TELECOMMUMICATIONS

Innovaphone PBX (IP302) - How to
interconnect with Innovaphone PBX (IP302)?

® 2N® VoiceBlue Next has these parameters:
® |P address 192.168.22.42
® |ncoming port: 5060
Innovaphone PBX parameters:
® |P address 192.168.22.227
® |ncoming port: 5060

2N® VoiceBlue Next settings

1. SIP trunk interconnection

For the settings of the trunk between the 2N® VoiceBlue Next and your PBX you need to configure SIP
proxy (GSM-IP) for GSM incoming calls. SIP proxy (IP-»GSM) is designed for secure communication just

with traffic from your PBX. You can specify the IP address and from which SIP packets will be accepted.
In case you leave there 0.0.0.0 it will be open for all traffic.
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2. Configuration of the LCR (Least Cost Routing)

The GSM operator has e.g. in our country prefix 7 and 8 with a 9-digit number. The setting is below.
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You need to create LCR rule for defined prefixes. The GSM group defines a way for the outgoing call
routing. An appropriate SIM card is selected based on the GSM groups assignment.
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GSM groups assignment

Gateway configuration
Module: Outgoing: Incoming:

0. module 1 Group |- [N 1 Group |~
1. module 2Group |- | 1 Group |~

3. Configuration of GSM outgoing groups

You are able to set up different setting for each GSM group (CLIR, free minutes, virtual ring tone, roaming
and others)
r ~

) | Gateway
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GSM outgoing groups
1.G5M group

Gateway configuration

= G5M outgoing groups

4. Incoming calls

For incoming calls you can define 2 groups with the different behavior and assign them to the GSM
modules. The settings are similar to GSM groups assignment for outgoing calls.

GSM groups assignment

Module: Dutgoing: Incoming:

0. module 1. Group |~ [N 1. Group |~
1. module 2 Group [~ [N 1. Group |~

In GSM incoming groups you can define the behavior for each GSM incoming group. Choose the mode to
Reject, Ignore, Accept incoming calls or Callback.

2N® TELEKOMUNIKACE a.s., http://wiki.2n.cz Page 3



TELECOMMUMICATIONS

r‘ |
Gateway
TELECOMMUNICATIONS Gateway
GSM incoming groups B
Gateway configuration 5
1. GSM group 2. GSM group
General settings
: (Call number by %A, %G9S58 or none or answer and wait for
DTME)
® G5M incoming groups
Minirr DTMF
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You can define the list of called numbers which will be automatically dialed after DTMF dialing timeout if
the customer does not press any button within the specified time. From the configuration you can see 10
seconds for DTMF dialing and after that the call will be routed to the extension 100 to your PBX (if you set

up SIP proxy (GSM->IP) in VoIP parameters).

List of called numbers

Only 01234567389 #+ characters are allowed
100 |

Remove all

»

=

Innovaphone PBX settings

1. You need to set up Domain and Address for the IP address of the 2N® VoiceBlue Next. Communication
protocol is SIP with the Mode: “Gateway without registration).
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JGW1 2N_VoiceBlue_Ne - Mozilla Firefox =10 %

| = |http://192.168.22.227/RELAYD/mod_cmd.xmi?cmd=xmi-fsgid=GW 18xsl=relay_edit_voip.xs

Narme |2N_VuiceEIIua_Ne

Disable C

Protocol SiPF =

Mode | Gateway without Registration =
Domain [182.168.22 42

Address(Proxy) 192.168.22 42

Mask

STUN Server [

Local Signaling Port [5060

Media Properties

General Coder Preference m Framesize [ms] |3EI_ Silence Compression [~ Exclusive [T
Local Network Coder m Framesize|ms]|30— Silence Compression ™

Enable 138 T Enable SRTP I No DTMF Detection [~ |Enable PCM I~ Media-Relay I

Record to (URL) |

SIP Interop Tweaks
Accept INVITE's from Anywhere [~ (affects registered interfaces only)

Enforce Sending Complete [~ (affects outgoing SIP calls only)
No Inband Information on Emror [~ (affects incoming SIP calls only)
From Header when Sending INVITE |Fnuad AOR j (affects registered interfaces only)

Identity Header when Sending INVITE |CGF‘N in user part of URI ﬂ (affects registered interfaces only)
Reliability of Provisional Responses |Suppnrted 'I {affects outgoing SIP calls only)

Ok | cancel | Apply | Delste | Help |

| Hotovo

2. Then you need to set up prefixes (routing table) which will be routed to the 2N® VoiceBlue Next. In the
example there is defined prefix 7 only.
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i [= ]

I—* |h‘ttp:ﬂ' 102,168, 22,227 RELAYD/mod_crd, xmiPcmd =xml-mapgrt=RT 1&map=08xsl=relay_edit_route.xs|

*

Description | Disable [~
™ GW1 2N_VoiceBlue_Ne |7 — [Gw1 2N voiceBlue_Ne x|
~ TELI
O TEL r Gw?2 Cause(DISC)I
-
™ ERH e Add UUI |
™ Gwd )
I TEST Final Route r
I Gwa i
I~ TONE r Final Map r
™ HTTP r Mo Reroute on wrong Mo T
T ECHO r owe Werify CGPN r
r siP O ows Interworking(QSIG SIPY
- siP2 P Rerouting as Deflection ™
N SiP3 o Routing on Drverting Mo T
r siP4 12
r owiz Force enblock
Add # r
Disable Echo Canceler [
Call Counter I maxl
OK | Cancel | Apply | Delete ] Help |
| Hotovo
3. In the picture below there is the setting for incoming calls to Innovaphone PBX. The call is directed to the
phone 1.
JRTZ 0 VBN to InnovaPhone - Maozilla Firefox =10l x
| == [tt:4/192.168.22.227 /RELAYD/rmod_cmd. amiPcmd =xmi-mapBat =R T 28map=D8sl=relay_edit_route.xs| 2
Description [VBMN o InnovaPhone Disable [~
O TeL ¥ GW1 2N_VoiceBlue_Ne | - ITEL1 -
C Gw2 Cause(DISC)l
r TEL2 r
I~ BRI Add UUI |
I Gwi )
T TEST Final Route C
r Gws )
I~ TONE al Es Final Map r
T HTTP r owr o Reroute on wrong Mo ™
T ECHO r owe Werify CGPN r
r s O cwe Interwarking(QSIG SIP) T
N siP2 I ewio Rerouting as Deflection ™
N siP3 r ewit Routing on Diverting Mo T
™ siP4 r
r cwio Force enblock
Add # r
Digable Echo Canceler T
Call Countear | max|
0K | Cancel | Apply | Delete ] Help |
| Hotovo

4. In the picture below there is the complete setting for the Innovaphone PBX routing.
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e 192.168.22.227: innovaphone IP302
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ETH1 s | GWI.2N VoiceBlue Ne | &5 2 — | TELI]| - VBN to InnovaPhane
LDAP
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BRI

PBX
Gateway

Download

— From To Counter CGPN Maps

Upload
Diagnostics
Reset

More product information:
2N® VoiceBlue Next (Official Website 2N)
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